Errata Scheet
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(last updated 13.08.2012)

Erratum for Journal and Conference Papers

[LVO5] e 7... since the term to the left of the curly brace...” — right
[LVO6] e replace —j 2X ni in Eq.(1) by j 2% (n+ 1)
e replace 1 — o in Eq.(39) by 1 — o?P
[LVO7a] e replace 63 - in Fig.3 by N}, -
[LVO7b] e Appendix A: replace

”This does not hold for a complex allpass transformation
since Eq.(A.4) does not apply for all a being complex.”
by
”This also holds for an allpass transformation with complex
pole a.”
e replace 27 in Eq.(21) by 7

[LVO§] e replace in Fig.2.15-b

HEO (M) = HGY, (M)
wo(n') — war—1(n')
HM (M) = Hy, (M)
wi(n’) — wyr_o(n')

Hy (M) = B (M)
wpr—1(n') — wo(n')

e replace 27 in Eq.(2.43) by 7

e replace on page 49



"It can be proven that the minimum-phase property of the AR
filter is always maintained for a real allpass transformation but
not for a complex allpass transformation in general.”
by

"It can be proven that the minimum-phase property of the AR
filter is maintained for a complex allpass transformation.”

[LV09] e replace reference [9] in paper by [GKO01] of the reference list below

[LYJV10] e TABLEI: the correct values are Ky = 20 and Ky = 400
(instead of Ky =400 and Ky = 20)

[LV11] e Eq.(2): replace 0.05683 by 0.06583

Erratum for Dissertation [Lol11]

page 11 : Figure 2.3-b: replace on y-axis with dB values
-10 by 10, -20 by -10, -40 by -20, -60 by -30, -80 by -40
page 59 : Eq.(4.7): replace 0.05683 by 0.06583
page 77 . Example 4.2: replace “... with M = 32 frequency channels ...”

by “ ... with M = 16 frequency channels”
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